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(57) ABSTRACT

A periodogram-based wireless microphone signal detection
method, which solves the problem of incapability of distin-
guishing wireless microphone signal from narrow-band
interference, includes: acquiring a time-domain digital sig-
nal for detection through antenna module, RF front-end
module, ADC module and time-domain signal preprocessing
module; and performing detection of microphone signal in
frequency domain, that is, calculating an average value of
periodogram of M segments of the time-domain digital
signal for detection, shifting the average value to obtain a
shifted vector, estimating a mean and a covariance matrix of
the shifted vector, locating a maximum point of the vector,
and taking several points on each side of the point as a center
to form an information vector; calculating a decision statis-
tical quantity of the information vector using the decision
theory, simulating or calculating a threshold in a predefined
method, and deciding the signal is narrow-band interference
if the decision statistical quantity is less than the threshold,
otherwise the signal is wireless microphone signal.
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1
PERIODOGRAM-BASED WIRELESS SIGNAL
DETECTION METHOD

TECHNICAL FIELD

The present invention relates to cognition radio technol-
ogy, and more particularly, to detection of low-power wire-
less microphone signal in perception of digital TV white
space band.

BACKGROUND

The US Federal Communications Committee (FCC)
specifies that a device for sensing a TV white space band
should be able to detect a wireless microphone signal of
signal strength —107 dbm. In case of such low signal
strength, narrow-band interference caused by stray radia-
tion, leakage, cross-modulation and the like is similar to the
microphone signal. The conventional detection methods
cannot distinguish the wireless microphone signal from the
narrow-band interference, leading to a high false alarm rate
and thus a significant decrease in the number of available TV
white space bands.

SUMMARY

The present invention provides a periodogram-based
wireless microphone signal detection method which can
solve the problem that the conventional wireless microphone
signal detection methods cannot distinguish the wireless
microphone signal from the narrow-band interference, and
thus result in a high false alarm rate. The present invention
can provide a great increase in the number of available TV
white space bands.

The object of the present invention is achieved with the
following solution.

A periodogram-based wireless microphone signal detec-
tion method comprises two steps.

Step 1: acquiring a time-domain digital signal to be
detected transmitting a signal received at an antenna module
to a low-noise amplifier for amplification; applying to the
amplified signal a bandpass filter whose passband is adjust-
able as required; sending the filtered signal to an orthogonal
downconverter for performing an orthogonal downconver-
sion on the signal by using a frequency in a selected TV band
as a local oscillator (LO) frequency, and thus obtaining two
signals including I and Q signals; feeding each of the two
signals to a lowpass filtering & gain controller having a
certain bandwidth, and then sending the two I and Q signals
to an analog-to-digital converter (ADC); sending the two
digital signals generated by the ADC to a time-domain
signal pre-processing module to perform processing, such as
receiving, downsampling, downconversion, 1Q integration
and storing, on the signal, and then obtaining the time-
domain digital signal to be detected.

Step 2: performing detection of microphone signal in
frequency-domain applying a spectral scanning on the
obtained time-domain digital signal to obtain a frequency to
be detected; calculating, with a Fast Fourier Transform
(FFT) algorithm, frequency-domain values of M segments
of the time-domain signal at the to-be-detected frequency;
then calculating an average value of M segments of peri-
odogram of the frequency-domain signal, and preprocessing
the average value; applying a circular shift to the prepro-
cessed average by |[N/2], denoted as
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estimating a mean value p and a covariance matrix n of a
vector &, based on a noise variance and a signal-to-noise
ratio (SNR) obtained in the preprocessing:

= ([0, p[1]. K, [N —1])

=

SN -1 N -1]

Where

o2 (N «SNR+1) (k=0)

o? (k = others)

4

(ON «SNR + 1) k=0)

2% |9

(k = others)

locating a maximal point or a nearby large-value point k,
from E,, and taking k, as a center and obtaining

Eoints on each side of the center to form a vector
Me,L:(Ee[kO]S Ee[kO_P]S coe s Ee[ko_l]ﬁ Ee[ko-‘-l]s R
E.lko+P];

calculating a decision statistical quantity using the Kullback-
Leibler (KL) distance in the one-sided decision theory:
7, p:(l_lel—l_lL) ™ (Pez—Mz)

where w,=(u0], u[1], . ..
sponding sub-matrix of LxL;
simulating or calculating a threshold vy in a predefined
method, such as simulating the threshold using the Monte
Carlo method, or simulating a threshold based on actual
data; if T,=y, deciding the signal to be narrow-band inter-
ference, otherwise deciding the signal to be wireless micro-
phone signal.

The present invention has advantages of solving the
problem of incapability of distinguishing wireless micro-
phone signal from narrow-band interference by extracting
different features of two signals on a periodogram, and thus
addressing a difficult issue in TV white space band detection.
The detection method of the present invention is low in
algorithm complexity and easy to implement in real systems.

, W[L-1]), and m is a corre-

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 is a schematic flowchart of a periodogram-based
wireless microphone signal detection method according to
an embodiment of the present invention;

FIG. 2 is ROC performance graph of the periodogram-
based detection method with different § when L=11, SNR=-
17 dB in Embodiment 1 of the present invention;

FIG. 3 is ROC performance graph of the periodogram-
based detection method with different SNR when L=11,
p=0.7 in Embodiment 1 of the present invention;
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FIG. 4 is ROC performance graph of the periodogram-
based detection method with different . when $=0.7,
SNR=-17 dB in Embodiment 1 of the present invention;

FIG. 5 is a schematic diagram of a real system architec-
ture 1 for a periodogram-based wireless microphone signal
detection method according to Embodiment 2 of the present
invention;

FIG. 6 is a schematic diagram of a real system architec-
ture 2 for a periodogram-based wireless microphone signal
detection method according to Embodiment 2 of the present
invention;

FIG. 7 is a power spectral graph of a wireless microphone
signal from Sennheiser company for test according to the
present invention, where the microphone is placed in an
acoustic environment, and the signal strength is about —95
dbm;

FIG. 8 is a power spectral graph of a wireless microphone
signal from Shure company for test according to the present
invention, where the microphone is placed in an acoustic
environment, and the signal strength is about —-90 dbm.

DETAILED DESCRIPTION OF THE
EMBODIMENTS

The embodiments of the present application provide a
periodogram-based wireless microphone signal detection
method. As shown in FIG. 1, the method includes:

Step 1, receiving an air signal by an antenna module;

Step 2, low-noise amplifying the received signal;

Step 3, passband-filtering the amplified signal;

Step 4, if required, orthogonally down-converting the
filtered signal to intermediate frequency or base band;

Step 5, lowpass-filtering the two branches of I and Q
signals generated by the orthogonal down-converter;

Step 6, feeding the signals generated by the lowpass filter
to a gain controller for gain adjustment;

Step 7, feeding the signals after the gain adjustment to an
analog-to-digital converter for analog-to-digital conversion;

Step 8, feeding the digital signals from the analog-to-
digital converter to a time-domain signal processing module,
and performing, on the signals, processing such as receiving,
down-sampling, down-converting, 1Q integration and stor-
ing, to obtain non-overlapped or partially overlapped M
segments of time-domain digital signal for detection;

Step 9, spectral-scanning the time-domain digital signal
obtained in step 8 to acquire a frequency to be detected;

Step 10, transforming, into a frequency-domain signal,
the non-overlapped or partially overlapped M segments of
time-domain digital signal for detection at the to-be-detected
frequency by using Discrete Fourier Transform (DFT) or
Fast Fourier Transform (FFT);

Step 11, calculating M segments of periodogram of the
frequency-domain signal for detection, averaging the M
segments of periodogram, preprocessing the average value
to remove frequency deviation, and estimating the required
noise variance and signal-to-noise ratio;

Step 12, shifting the preprocessed average value of the
periodogram, and forming a shifted vector;

Step 13, estimating a mean and a covariance matrix of the
shifted vector based on the noise variance and the signal-
to-noise ratio obtained in step 11, M, and a length of the
frequency-domain signal, locating the maximum point or a
nearby large-value point in the shifted vector, and taking
several points at each side of the located point as a center to
form an information vector;

Step 14, calculating a decision statistical quantity T, using
the decision theory;
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Step 15, simulating or calculating a threshold y in a
predefined method;

Step 16, deciding, based on a comparison of T, and y, that
the signal is narrow-band interference if T, =<y, otherwise the
signal is wireless microphone signal.

The method of the present embodiment can correctly
distinguish wireless microphone signal from narrow-band
interference using their different characteristics in periodo-
gram, and thus accurately detect whether there is wireless
microphone signal in a channel under sensing. In the
method, a signal received at an antenna module 101 is first
transmitted to a low-noise amplifier (LNA) 102 for ampli-
fication. The amplified signal is applied to a bandpass filter
(BPF) 103 whose passband is adjustable as required. Then,
the filtered signal is sent to an orthogonal downconverter
105 for performing an orthogonal downconversion on the
signal by using a frequency in a selected TV band as a local
oscillator 104 frequency, and thus obtaining two branches of
I and Q signals. Each of the two branches of signals is fed
to a lowpass filter (LPF) 106 having a certain bandwidth as
well as an intermediate-frequency amplifier (IF Amp) 107.
The generated I and Q signals are fed to an analog-to-digital
converter (ADC) 109. The two digital signals generated by
the ADC 109 is sent to FPGA 110 to perform processing,
such as receiving, downsampling, downconversion, 1Q inte-
gration and storing, on the signal, thereby obtaining the
time-domain digital signal to be detected. The obtained
time-domain digital signal is subjected to spectral scanning
to obtain a frequency for detection. Then, a binary hypo-
thetical model may be established by simulating narrow-
band interference with a sine continuous wave signal:

gej(Zﬂﬁ]g'Txm(r)drﬂp) ol (1

H, (wireless microphone signal): x[r] = n)

@

A .
Hy (sine continuous wave signal): x[n] = Eew + wln)]

where T =1/, A is signal amplitude, p is a modulation
factor of the microphone signal, ¢ is a random phase angle,
m(t) includes information carried by the wireless micro-
phone signal and band-limited complex Gaussian white
noise w[n] having a variance o~.

In a real system, there is a frequency deviation, denoted
as Af=f.-T, in each of a signal carrier frequency f. and a
downconversion frequency T,. Therefore, the digital signal
x[n] will be subjected to a preprocessing for removing the
frequency deviation prior to periodogram comparison. In
this way, better effect can be achieved. The statistical
characteristics of the periodogram of the sine continuous
wave signal are derived as:

Mean: E{£[k]} = U'Z[Sx—Rsadz(ng”[k], N)+ 1] ®

. 4[2SNR
Variance: V{£[k]} = o [ N

sad® (we[k], N) + 1]
where E[K] is the periodogram of x[n], sad(nC[k],

_ sin(rkIN) _Af &k

T Tsn(xZlK) YT S TN
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the signal-to-noise ratio is

2

SNR = —,
402

and N is the length of x[n]. The signal preprocessing
algorithm is as follows.

Step 21, successively collecting non-overlapped or par-
tially overlapped M segments of the signal (each segment is
of a length N), and calculating an average value of the
periodogram of the M signal segments as E,=(E,[0],
g1 .. ., E,IN-1])

Step 22, estimating the noise variance o2, and finding the
largest element & [k, ] and the next largest element & [k,] in
g, k,<k,. E_[k,] and E_[k,] are substituted, as mean values,
into Equation (3), and thus result in:

Ik SNR 5
G P et M) ©
AL SNR 6
Sl - 2 et W) ©
It can be obtained from Equations (5) and (6):
[sad(ni[kl], N)]2 _falkil =0 4 0
sad(allkz, N) |~ &kl =02

The frequency deviation Af can be calculated with Equa-
tion (7). Therefore, it is possible to remove the frequency
deviation and also obtain the average value of the periodo-
gram without the frequency deviation.

Step 23, the frequency deviation Af calculated at step 22
is substituted into Equation (5) to estimate the signal SNR.

The following methods may be used to estimate the noise
variance in step 22:

a) measuring with an equipment (e.g., a spectrum ana-
lyzer), i.e., selecting a segment of band including only
noise, and measuring a power of the noise;

b) selecting a segment of band including only noise based
on the obtained periodogram, and estimating a power
of the noise in a method such as a method of taking a
median or mean.

The following methods may be used to estimate the

signal-to-noise ratio in step 23:

a) measuring an overall power of signal and noise for a
certain bandwidth with an equipment (e.g., a spectrum
analyzer), and measuring a power of the noise to
estimate the signal-to-noise ratio;

b) selecting a segment of band including only noise based
on the obtained periodogram, and estimating a power
of the noise in a method such as a method of taking a
median or mean; and then estimating an overall power
of the signal for a certain bandwidth using a similar
method to estimate the signal-to-noise ratio.

The average value of periodogram of the M signal seg-
ments are obtained with the frequency deviation being
removed, after the preprocessing of the collected data. On
this premise, the periodogram-based wireless microphone
signal detection method may include the following steps.

Step 31, applying a circular shift, by |[N/2], to the average
value of the periodogram of the M signal segments after the
removal of frequency deviation, denoted as

10

15

20

25

30

35

40

45

50

55

60

65

6

Eo=fef A el e el

Step 32, estimating a mean value p and a covariance
matrix m of a vector E, based on the noise variance and
signal-to-noise ratio obtained in the preprocessing:

7= (0], pll], K, u[N - 1]) 8
70,01 0 0 ()]
0 nll, 1] 0
n= oo ;
0 0 - pIN-1,N-1]
where
o2(N«SNR + 1) (k=0) (10)
Mk =1,
o (k = others)
o (1D
M(ZN*SNR+1) (k=0)
k=1 M
o
I (k = others)

Step 33, locating a maximal point or a nearby large-value
point k, from E,, and taking k, as a center and obtaining

S

points on each side of the center to form an information

vector I, =(Elkol, Eolko-Pl, . . ., Elko-1l, Elko+
l]s AR Ee[ko"'P]);

Step 34, calculating a decision statistical quantity using

the KL distance in the one-sided decision theory:
L=(u, .~1) () (o z-1iz) (12)
where w,=(u0], u[1], . ..
sponding sub-matrix of LxL;

Step 35, with a given false alarm rate (P,,), simulating a
threshold v using the Monte Carlo method or setting a
threshold y based on actual data, and deciding according to
a criterion: if T,=y, the signal is narrow-band interference
(Hy), otherwise the signal is wireless microphone signal
(H).

Some specific embodiments of the present invention will
be described in connection with the accompany figures to
illustrate the principle and function of the method of the
present invention.

Embodiment 1

The present embodiment illustrates a system simulation of
the periodogram-based wireless microphone signal detec-
tion method. The simulation is carried out in the MATLAB
environment, and includes the following steps:

1) generating a sine continuous wave signal and a fre-
quency-modulated (FM) wireless microphone signal,
and obtaining a baseband discrete temporal signal x|n]
through downconversion, lowpass filtering and down-
sampling;

2) setting performance parameters such as a signal-to-
noise ratio SNR, a frequency modulation factor 3, and
a length L of a window for computing T,;

3) processing the signal using preprocessing and detection
algorithms;

4) plotting performance graphs with different parameters.

, W[L-1]), and m is a corre-
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FIGS. 2, 3 and 4 are performance graphs obtained in the
simulation. As shown in the figures, for a wireless micro-
phone signal having $=0.7, the detection rate (P,,) can still
reach 98% even with a SNR=-21 dB when =11 and the
false alarm rate (Pg,) is set as less than 1%. After f§ is
increased to $=<0.9, any wireless microphone signal can be
substantially detected in a condition of extremely low com-
plexity (as long as [.=11) and a P, less than 1%.

Embodiment 2

The present embodiment illustrates a real system imple-
mentation of the periodogram-based wireless microphone
signal detection method. The architecture of the real system
is shown in FIG. 5. A signal received at an antenna module
101 is first transmitted to a low-noise amplifier (LNA) 102
for amplification. The amplified signal is applied to a
bandpass filter (BPF) 103 whose passband is adjustable as
required. Then, the filtered signal is sent to an orthogonal
downconverter 105 for performing an orthogonal downcon-
version on the signal by using a frequency in a selected TV
band as a local oscillator 104 frequency, and thus obtaining
two branches of I and Q signals. Each of the two branches
of signals is fed to a lowpass filter (LPF) 106 having a
certain bandwidth as well as an intermediate-frequency
amplifier (IF Amp) 107. The generated I and Q signals are
fed to an analog-to-digital converter (ADC) 109. The two
digital signals generated by the ADC 109 is sent to FPGA
110 to perform processing, such as receiving, downsam-
pling, downconversion, 1Q integration and storing, on the
signal, thereby obtaining the time-domain digital signal to
be detected. The data are transmitted a PC 111 via an
interface such as USB, and applied to a frequency-domain
microphone detection algorithm in PC 111. Finally, judg-
ment is made about the status of the sensed TV band based
on a decision result. Different downconversion frequencies
and sampling rates may be controlled via a feedback circuit
from FPGA to the local oscillator and ADC. The system
architecture 2 as shown in FIG. 6 may also be used, in which
the PC 111 in the architecture 1 is replaced with a module
having a core of DSP 113. The module sends the data from
FPGA 110 to a data memory 114 via a corresponding
interface such as EMIF. The DSP 113 reads the data from the
memory 114, performs the frequency-domain microphone
detection algorithm, and provides the decision result in real
time. The decision result may be provided to an external
device 112 coupled to the DSP, or transmitted to some other
device via some interface such as USB 115, a network
interface 116.

The real algorithm test steps based on the architecture 1
include:

1) selecting some TV band, and generating a microphone
signal and a sine continuous wave signal at different
frequencies respectively by using a wireless micro-
phone signal generator and a signal generator;

2) collecting the signals by the system of the architecture
as shown in FIG. 5, that is, successively collecting M
segments of time-domain digital signal, each segment
having a duration of t millisecond;

3) processing the obtained data in PC by using the
frequency-domain microphone detection algorithm.

The real algorithm test steps based on the architecture 1
include:

1) selecting some TV band, and generating a microphone
signal and a sine continuous wave signal at different
frequencies respectively by using a wireless micro-
phone signal generator and a signal generator;

2) collecting the signals by the system of the architecture
as shown in FIG. 6, that is, successively collecting M
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segments of time-domain digital signal, each segment
having a duration of t millisecond;

3) processing the obtained data in DSP chip by using the

frequency-domain microphone detection algorithm.

In the experiments, distinguishing between wireless
microphone signal and narrow-band interference is tested,
respectively, in acoustic and silent environments at different
powers and different types. FIGS. 7 and 8 are power
spectrum graphs of the wireless microphone signal obtained
in two test environments. The experimental results are
substantially the same as the system simulation results.

The solutions of the embodiments of the present invention
can solve the problem of incapability of distinguishing
wireless microphone signal from narrow-band interference
by extracting different features of two signals on a periodo-
gram, and thus addressing a difficult issue in TV white space
band detection. The detection method of the present inven-
tion is low in algorithm complexity and easy to implement
in real systems.

The embodiments of the present invention further provide
a periodogram-based wireless microphone signal detection
device including an antenna module, a low-noise amplifier,
a bandpass filter, a downconverter module for down-con-
verting to intermediate frequency or baseband, a lowpass
filter, a gain controller, an analog-to-digital converter, and a
time-domain signal preprocessing module, characterized in
that, a signal output of the antenna module is coupled to a
signal input of the low-noise amplifier, a signal output of the
low-noise amplifier is coupled to a signal input of the
bandpass filter, a signal output of the bandpass filter is
coupled to a signal input of the downconverter module, a
signal output of the downconverter module is coupled to a
signal input of the lowpass filter, a signal output of the
lowpass filter is coupled to a signal input of the gain
controller, a signal output of the gain controller is coupled to
the signal input of the analog-to-digital converter, and a
signal output of the analog-to-digital converter is coupled to
a signal input of the time-domain signal preprocessing
module.

Alternatively, the antenna module comprises Very-High
Frequency and Ultra-High Frequency receive antennas, and
the downconverter module for down-converting to interme-
diate frequency or baseband is configured to set a local
oscillator frequency based on a TV band for detection, and
down-converting the signal to intermediate frequency or
baseband using an orthogonal downconverter.

Alternatively, the lowpass filter has a bandwidth equal to
or wider than a half of a bandwidth of one TV band; the gain
controller is configured to output a voltage or current value
that is adjustable manually or automatically according to a
voltage or current required by the analog-to-digital con-
verter; and the time-domain signal preprocessing module is
configured to implement, with a programmable chip or
software, two functions of 1) performing processing on two
branches of 1 and Q signals, such as receiving, down-
sampling, down-converting, integrating and storing the sig-
nals, and 2) providing control signals required by the other
modules, such as the local oscillator, the analog-to-digital
converter, and USB chip.

The functions of the respective components in the above
periodogram-based wireless microphone signal detection
device have been specifically described in the foregoing
method embodiments, and thus details thereof will be omit-
ted here.

While the preferred embodiments of the present invention
have been described, the present invention is not limited to
thereto. Any variant or substitution easily envisioned by
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those skilled in the art within the concept of the present
invention should fall into the scope of the present disclosure.
The scope of the present invention is defined by the claims.

What is claimed is:
1. A periodogram-based wireless microphone signal
detection method implemented in a computer, comprising:
acquiring M segments of frequency-domain signal,
obtaining a shifted vector by preprocessing and shifting
the frequency-domain signal, estimating a mean and a
covariance matrix of the shifted vector, locating a
maximum point or a nearby large-value point of the
vector, and taking several points on each side of the
point as a center to form an information vector p;

calculating a decision statistical quantity T, of the infor-
mation vector 1, simulating or calculating a threshold y
in a predefined method, and deciding whether the
acquired M segments of frequency-domain signal are
wireless microphone signal based on a comparison
between the decision statistical quantity T, and the
threshold y to reduce high false alarm rates in distin-
guishing between wireless microphone signals and
noise in a TV band white space.

2. The method of claim 1, wherein said acquiring M
segments of frequency signal comprises converting non-
overlapped or partially-overlapped M segments of time-
domain signal into frequency-domain signal for detection by
using Discrete Fourier Transform or Fast Fourier Transform
algorithm.

3. The method of claim 1, wherein said preprocessing the
frequency-domain signal comprises calculating a periodo-
gram of the M segments of frequency-domain signal for
detection, averaging the M segments of periodogram, and
preprocessing an average value to remove frequency devia-
tion;

said preprocessing the average value to remove frequency

deviation comprises:

step 1, estimating a noise variance using the average value

of the M segments of periodogram, and locating two
greatest elements in the average value;

step 2, substituting the two greatest elements obtained in

step 1 into a theoretical mean expression to obtain a
frequency deviation of the signals for detection;

step 3, substituting the estimated frequency deviation

obtained in step 2 into the theoretical mean expression
to estimate a signal-to-noise ratio of the signals for
detection.

4. The method of claim 3, wherein said estimating a noise
variance o° in the preprocessing of frequency deviation
removal comprises:

selecting a segment of band including only noise, and

measuring a power of the noise; or

selecting a segment of band including only noise based on

the obtained periodogram, and estimating a power of
the noise in a method such as a method of taking a
median or mean.

5. The method of claim 3, wherein said estimating a
signal-to-noise ratio in the preprocessing of frequency
deviation removal comprises:

measuring an overall power of signal and noise for a

certain bandwidth with an equipment, and measuring a
power of the noise to estimate the signal-to-noise ratio;
or

selecting a segment of band including only noise based on

the obtained periodogram, and estimating a power of
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the noise in a method such as a method of taking a
median or mean; and then estimating an overall power
of the signal for a certain bandwidth using a similar
method to estimate the signal-to-noise ratio.

6. The method of claim 1, wherein said shifting comprises
shifting an average value of a preprocessed periodogram and
forming a shifted vector; calculating a mean and a covari-
ance matrix of the shifted vector based on estimation of
noise variance and signal-to-noise ratio, M, and a length of
frequency-domain signal samples; and locating a maximum
point or a nearby large-value point of the shifted vector, and
taking several points on each side of the point as a center to
form the information vector.

7. The method of claim 1, wherein said calculating a
decision statistical quantity comprises calculating the deci-
sion statistical quantity T, with a decision theory, simulating
or calculating the threshold y in a predefined method, and
deciding, based on a comparison between T, and vy, that the
frequency-domain signals are narrow-band interference if
T =y, otherwise they are wireless microphone signals.

8. A periodogram-based wireless microphone signal
detection device comprising an antenna module, a low-noise
amplifier, a bandpass filter, a downconverter for down-
converting to intermediate frequency or baseband, a lowpass
filter, a gain controller, an analog-to-digital converter, and a
time-domain signal preprocessing module, wherein a signal
output of the antenna module is coupled to a signal input of
the low-noise amplifier, a signal output of the low-noise
amplifier is coupled to a signal input of the bandpass filter,
a signal output of the bandpass filter is coupled to a signal
input of the downconverter, a signal output of the down-
converter is coupled to a signal input of the lowpass filter, a
signal output of the lowpass filter is coupled to a signal input
of the gain controller, a signal output of the gain controller
is coupled to the signal input of the analog-to-digital con-
verter, and a signal output of the analog-to-digital converter
is coupled to a signal input of the time-domain signal
preprocessing module:

wherein said lowpass filter has a bandwidth equal to or

wider than a half of a bandwidth of one TV band; said
gain controller is configured to output a voltage or
current value that is adjustable manually or automati-
cally according to a voltage or current required by the
analog-to-digital converter; and said time-domain sig-
nal preprocessing module is configured to implement,
with a programmable chip or software, two functions of
1) performing processing on two branches of I and Q
signals, and 2) providing control signals required by
another module, and

said performing processing on two branches of I and Q

signals comprises receiving, down-sampling, down-
converting, integrating and storing the I and Q signals.

9. The device of claim 8, wherein said antenna module
comprises Very-High Frequency and Ultra-High Frequency
receive antennas, and the downconverter is configured to set
a local oscillator frequency based on a TV band for detec-
tion, and down-converting the signal to intermediate fre-
quency or baseband using an orthogonal downconverter.

10. The method of claim 5, wherein the equipment
comprises a spectrum analyzer.

11. The device of claim 8, wherein the other module
comprises one or more of a local oscillator, the analog-to-
digital converter, and a USB chip.
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